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Abstract

Considering the mature of broadband
network and VoIP technology, providing
voice service on IP network will be the trend
in the near future. Lots of IP network
operators widely deploy the WLANs, and
expect to provide users an environment where
they can access IP services anytime and
anywhere. In this project, we finish integrating
the VoIP and WLAN technologies in NTU
campus, and complete the design and
implementation of value added service. In
addition, we also completed an important
issue to employ a QoS monitoring mechanism
to provide users a rich and convenient mobile
VolIP service.
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