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Abstract

In this paper, a complex-oriented weighted least-squares approach is proposed for the design of arbitrary variable
fractional-delay FIR filters. The objective error function is formulated in a quadratic form, such that the filter coefficients
can be obtained by proper matrix/vector operation, including matrix inversion. However, all elements of related matrices
and vectors can be represented in closed forms, and the matrix to be inversed is a positive-definite Hermitian symmetric
matrix, which can be decomposed by the Cholesky factorization, such that computation time can be effectively reduced
and the ill condition can be avoided. Comparing with the existing methods, the proposed method can be applied to design
arbitrary complex coefficient or real coefficient variable fractional-delay filters. Several examples are presented to

demonstrate the flexibility and effectiveness of the proposed method.

© 2007 Elsevier B.V. All rights reserved.
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1. Introduction

In this paper, a complex-oriented weighted least-
squares approach is proposed to design arbitrary
complex coefficient variable fractional-delay (VFD)
FIR filters, and the design of real coefficient filters is
just a special case of them. Recently, there are several
papers [1-11] concerning the design of real coefficient
VFD filters, which are widely used in discrete-time
signal interpolation, timing offset recovery in digital
receivers, speech coding and synthesis and comb filter
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design, etc. [12-16]. As to the implementation of such
filters, the Farrow structure is the most popular one
[17,18]. Over the past decade, the design of complex
coefficient filters has also received considerable atten-
tion [19-22]. Among them, Ref. [19] deals with the
design of complex coefficient variable digital filters, in
which the successive vector—array decomposition
method is applied. In this paper, the conventional
weighted least-squares approach is extended to com-
plex-oriented approximation method, which can be
used to design arbitrary variable fractional-delay
filters, including both complex coefficient and real
coefficient filters, with no need for iteration.

This paper is organized as follows. Section 2 intro-
duces the derivation of problem formulation. It can
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be found that the filter coefficients can be obtained
by evaluating matrix/vector operation including
matrix inversion. Especially, to avoid ill condition
when matrix inversion is to be found, the related
matrix is represented in a positive-definite Hermitian
symmetric matrix, which can be decomposed by the
Cholesky factorization process. To demonstrate the
effectiveness of the proposed method, several numer-
ical VFD examples including a non-symmetric single-
passband filter, a partial-band differentiator, and a
non-symmetric pure delay filter are presented in
Section 3. It is noted that all elements of matrices or
vectors can be represented in closed forms, such that
the computation time can be effectively reduced.
Moreover, the design of symmetric pure VFD filters
is also given in Section 3, which demonstrates the
flexibility of the proposed method. Finally, the
conclusions are given in Section 4.

2. Problem formulation

In this paper, the desired variable fractional-delay
frequency response is given by

Hd(a)ap)
{ M(w)eiop,

o € passbands, p,<p<p,,

0, w € stopbands,
(1)

where M(w) is the desired pure real or pure
imaginary amplitude response, and the variable
transfer function is characterized by

N
Hizp) =Y hp)", )

n=—N
where the coefficients /,(p)s are generally expressed
as the polynomials of p as
M

hu(p) = aln,m)p", 3)

m=0

in which a(n,m)s are complex-valued coefficients.
So, the frequency response of the designed system
can be represented as

N M
HE".p)= Y > almp” e, @)
n=—N m=0
Define

A=[Aly Al o AR] (5%)

and
T
E@,p) = [Ely@.p) Ely, @.p) EX@.p)]
(5b)
where T denotes transpose operator,
A, = [a(n,0) a(n,1) an, M)]",
— N<n<N (5¢)
and
. _ ooT
En(w,p) — |:e—an pe—Jno) pM e—an:| ,
— N<n<N, (5d)

then Eq. (4) can be rewritten in vector product form
as

H(”,p) = A"E(0,p) = E' (0, p)A. (6)

In order to approach Hy(w,p), the objective error
function is defined by

D2 . 2
«(A) = /R W(w.p)| Ho(w.p) — HE®, p)| dpdo
P

P2 .
_ /R W (o, p)IH (e, p) — H &, p)]
D1

x [Ha(w,p) — H(”, p)]dp do
P>
~ | [ weoptiio.pto.n
P
+ H*(&, p)H(e"”, p)]dp do
=s+ATP + AP + AHQA (7
where W(w, p) is a positive-valued weighting func-
tion, R represents the region of passbands and

stopbands, * denotes complex-conjugate operator,
H denotes Hermitian transpose operator,

D2
5= / W(w,p)Hi(w,pHa(o,p)dpdo,  (8)
R Jp,

P2
P—_ / / W (o, p)H(@,p)E(w, p)dpdw  (8b)
R Jp,

and
P2
— * T
Q= /R /,, | W(w, p)E* (0, p)E (0, p) dp do. (8c)

To minimize e(A), Eq. (7) is differentiated with
respect to the unknown vector A and set the result
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to zero as:
Oe(A)

=2P* +2QA = 9
A +2QA =0, ©)

so the optimal coefficient vector in weighted least-
squares sense is given by

A=-Q'p* (10)

and the minimal error en;, can be obtained by
substituting Eq. (10) into Eq. (7). Notice that Q is a
positive-definite Hermitian symmetric matrix, which
can be decomposed as

Q =Xx"x (11)

by using the Cholesky factorization, such that the
ill-conditioned problem which occurs when Q™' is
to be found can be avoided. Once A is found, the
filter coefficients a(n, m)s can be obtained easily by
Eq. (5a).

3. Numerical examples and discussions

To demonstrate the effectiveness of the proposed
method, several examples are presented in this
section. For simplicity, W(w,p) =1 is used in this
paper. To evaluate the performance, the normalized
root mean squared error & and the maximum
absolute group-delay error ¢, are defined by

To compute ¢, the frequency w and the fractional-
delay p are uniformly sampled at the step sizes (27/
1000) and ((p,—p1)/40), respectively.

Example 1. In this example, a single-passband non-
symmetric variable fractional-delay filter is designed
with the desired response

" e—j(ﬂp’ w € (a)pl s a)pz) andp S (pl 5p2)s
d(w,[)) - 0, w e (_n’ (UJ]) U ((’052’ TC)
(14)

The elements of vector P are given by

Wpy D2
Pi) = — /
, P

Pl

0<i<QN + DM +1)—1,

ejwpe—jnwpm dp do,

i .
= LM—F IJ — N, m=mod(i,M+1), (15a)

while the elements of matrix Q are given by

Opy P2 . U
Q(i, l) — / (efjnwpm)*(ef_mwpm) dp dw
, P

1

Oy (P2 . U
+ / / (e—anpm)*(e—anpiH) dp d(,l),
(0]

) P
0<iL,I<SQCN+1)(M+1)—1,
n= VJ — N, m=mod(i, M+ 1),
m=mod(l, M + 1), (15b)

where w,, = w;, +2n. Eq. (15b) can be easily

(16a)
, otherwise,

2 jo 1
Je 22 1Ha(w,p) — HE, p)l* dpde] ) "
& = Dy 2 d d x 100 /0
fR j:l?z |Hd(w7p)| p dw . \‘IJ N
T Hop H 1/2 n= v Y
:{s—i-A P+ASP + A QA} « 100%
(12a) represented in closed-forms as
m+m+1 _  m+m+1
P> — mll ] (0p, — 0p, + 05, — Oy,), if n=n,
QN = i1 1 (n—h Co o o
przn m _pranrer eJ(n—n)(/l,,z _ ej(n—n)w,,l 4 ej(n—n)ws3 _ ej(n—n)w.‘2
m+m+ 1 i(n— )

and

€ passbands,p € (p;,p,)}
(12b)

& = max{|t(w,p) — pl,

respectively, where t(w, p) is the actual fractional
group-delay of the designed filter defined by

d ,
(@.p) = — 3 arg(HE, p)) (13)

but it is difficult to get the closed-forms of Eq. (15a).
However, P(i) can be evaluated and approximated
by applying the Taylor series expansion of ¢ as:

P [ S0

]

K _] Wp, P2
Z i </ (U e —jnw dw) (/ pkpm dp)
k=0 Wpy 4

Il
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Fig. 1. Example I: Design of a single-passband non-symmetric variable fractional-delay filter; (a) variable fractional-delay response in
passband, (b) magnitude response, (c) delay error with uniform weighting function, and (d) delay error with non-uniform weighting

function.

k+m+1 k+m+1
1

XKJ*J—’”
k! k+m+1

Dpy Dp

oF cos(nw)dw — j /

U)pl (0}

2
o* sin(nw) dw}

Py

(16b)

and the closed-forms can be obtained easily by
integration formulas as in Ref. [1]. In this paper,
K =20 is used, and the result is satisfactory. For
example, when N =33, M =7, o, = —0.357, w,, =
—0.2n, w,, = 0.47, w5, = 0.557n,p; = —0.3,p, = 0.7,
the actual wvariable fractional-delay response,
magnitude response and delay error are presented
in Fig. 1(a), (b) and (c), respectively, and
& = 0.0042454%, ¢, = 0.0112. For improving the
maximum absolute group-delay ¢;, a non-uniform

weighting function can be used. For example, let

1+2qw—

Dp) +0p,
2

Wiw.p) w € passband,
W,p) =
1, w € stopbands,

(17)
the delay error is presented in Fig. 1(d) and ¢, = 0.0035.

Example 2. In this example, a partial-band variable
fractional-delay differentiator is designed and the
desired response is given by
jw efjwp’ w e (wpl’wpz)vp € (pl’pZ):
0, w € (—m, wy,) U (ws,, ),
(18)
in which O<awy <w, <w,, <w, <n. Also when

W = (w,p) = 1, the elements of matrix Q are the
same as Eq. (16a), and the elements of vector P can

Hy(w,p) =
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Variable fractional-delay

Magnitude response

Fig. 2. Example 2: Design of a partial-band variable fractional-delay differentiator; (a) variable fractional-delay response in passband and
(b) magnitude response.

be represented as follows: 0<2i<@N+1D)(M +1)—1,

1
n=|3——| - N, m=mod(i,M+1), 19
k1 kml _kdml {M—}—IJ m = mod(i +1) ( )

K
SN~ S 7
P(’)=k§ KL ktm+l

Dp; Wp,
X / s cos(nw)dw —j/ :
), w

P1 7

which can be formulated into closed-forms after
some mathematical manipulation. Fig. 2(a) and (b)
o sin(nw) dw] illustrates the obtained variable fractional-delay
response and magnitude response, respectively, when
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Fig. 3. Example 3: Design of a pure variable fractional-delay filter; (a) variable fractional-delay response and (b) magnitude response.

N=33, M=17, w, =0.141,0, = 0.21,w,, =097,
ws, = m,p; = —0.6,p, = 0.4 are used. The obtained
normalized root mean squared error & = 0.12%, and
the maximum absolute group-delay error ¢, = 0.0157.

Example 3. An N=233, M =7 pure variable
fractional-delay system is designed in this example,

and the desired frequency response is given by

Hgy(w,p) = e P, (p, = —0.88m) < < (w), = 0.927),
(p, = —-04)<p<(p, =0.6). (20)

The obtained variable fractional-delay response and
magnitude response are presented in Fig. 3(a) and (b)
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respectively, which result in & = 0.0016844% and
& = 0.0038. For symmetric pure variable fractional-
delay filter design with w,; = —w,, and p; = —p», it
is found that the filter coefficients are real, which also
reveal the symmetric property

0<n<N,1<m<M
(21a)

a(—n,m) = (=1)"a(n,m),

and

a(n,0) = o(n), —N<n<N, (21b)
as shown in Ref. [1]. For example, when N = 33,
M=1, v, =-wp, =-097,p =—p, =-0.5, the
obtained ¢, = 0.00028753% and ¢, = 0.0038. Com-
paring with those obtained in Ref. [1] in which
& = 0.000257% and &, = 0.001863, although the
performance of the proposed method is not so good,
but our performance is much better than that in
Ref. [2] in which the variable fractional-delay filter
is designed with N=20, M =35, w, =—-w,, =
—0.97,p, = —p, = —0.5 and the root mean squared
error &ms = 0.0038 in Ref. [2], while & =
0.00025489 by the proposed method, where &, is
defined by

097 0.5 ' s 1/2
Erms = |:/ / ‘Hd(CU,P) - H(CJ(O,P)’ dpdaw
0 —0.5

(22)

From the above examples, it is found that the
proposed method can deal with the variable design
with arbitrary delay range that depends on the
applications. Also, when the dimension of Q is too
large, the ill-conditioned problem will occur. For
instance, it will appear when N = 33 is used in
Example 3, but it does not occur when N = 20 is
used. However, the ill-conditioned problem can be
easily avoided by using the Cholesky factorization,
which is discussed in Section 2.

4. Conclusions

In this paper, the conventional weighted least-
squares method has successfully been extended to
complex-oriented approach such that it can design
arbitrary variable fractional-delay FIR filters, includ-
ing real coefficient and complex coefficient filters.
Generally, all elements in related matrices or
vectors can be represented in closed forms, and the

nearly optimal solutions can be obtained. Also, the
proposed method can be easily extended to design
other types of variable filters or multidimensional
variable filters.
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