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Abstract

This project intends to design
and analyze protocols for a multimedia
network, and a ubiquitous,
personalized, networked educational
systems well. Due to the explosive
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usage of cellular phone and popularity of
portable IP hosts like PDA and laptop
computers, global connectivity for Internet
service has become an important issue. A
protocol called Mobile Internet Telphony
Protocol (MITP) has proposed and
developed. Extended from SIP(Session
Initiation Protocol, MITP allows roaming
users able to receive Mbone Services as
stationary users do.
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